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PENZIGRE DTW B HERLZE A bi-LSTM fREAI15)148 > LSTM 4ipé /& — ki RNN
GEfeg o n] DA I S Y RE S ER R - W HAE Z miAVE R 2 E piaval $ER S - - LSTM
IS RE 50 FH 2K (- R EEEEARE R RE - 2 n] DU BB R Y [ERE - bi-LSTM 25K
LSTM £ BRNN #E&EAE—iE » i fd 572 a] DAFE A Y J7 A B RIFHY BT SUE R - 2
SRR LSTM » 4838 2403l SR 1% & 2 AR A BB A GE S 1AL 28 e R E ik HifeE &2
Mel-cepstral ~ Band Aperiodicity ~ Log-FO » B #4536 Vocder 454 » R A EEE S i, -
B 1% PP mT LA S P A6 & Bt A (o BT e A e B A AaE B (B PR 9 A R
JEE ARG -

(Z) SR IREE S 240

IR E] ALS i iR IS AE sk - (B KA A X ENIREEE
FERR B R Z R EI A MR > 55— BRI E M KA O ITE SR BB
s EHUBRARRA R B SE SR - B CAAE R B HA IR T FAMIAREE AT LA
AR PR (E AT A EFTRIA RS > BT FIR B E RS A ERHE R 24T -

1 Speech DenosingCHZE Z4%)

it = FFE(Speech Denosing)fyefRE E - K258 iR aE 2 B RIS i {58 FHARRE [ 1F
Al [6,7,8,] « 28110 IEMEEUAT R TVBE R FEAEE AEENEE (FEE) FF
R EdE IS (FHREGE A7) A 884G E B s iH R E R o - /et (HEEdd
B I e BB AU bR SR B R AR Z RV &SR LR R R M T2 A 50 A5 R
HYE > KRB HUE LA A AT ENE B [HIERHEI[9,10] - WaveNet[10124E H 2852 L #E
RSB R > ARG S A WaveNet 53974 & Speech Denosing @ HAE Ryie ALk
HERIARZHRGES -

(1) Z A

(&[0 R Speech denoising FAtwlEl » RHF A HER N 5 4818 ST RAER - o] DU
WL FINRGEE S > B ROREIR AR50 BRI A 2 i A -

156



Noisy Speech Denoised Speech
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R E R BERE MR RS SRS B LI SR G AR R - BT > SE SR E A 0t
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Super-resolution
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(Z) BEEEE - Speech Denosing JEFERH Z24t
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MRS S BRI

A AR 24t
MCD 9.265 dB 6.869 dB
BAP 0.542 dB 0.208 dB
FO-RMSE 68.597 Hz 49.443 Hz
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s [
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